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(57) [Sid^] 

1 *®ffi I/, a BfflBS«MStD 4 0 SO*D 4 1 <D@ffi<g« 




taM<^3&i» w 3 n * c <!: i -r s ii*ja 1 JciBii 
iiiBf' )\^mmj' h^mo:K^ s (DM-cm*) mux 

mm. 

[ii^5] ±iB a BtBBac^mHi#e«. 

fmmt^mi. a^^i5HKoi,^T±iBea*BK<?^ 

[11^6] ±iaaBtBM0^^Ui¥-m, 
±tB7=-<t>^^i'm#©J8*ifiS^4^5t< t.fc^> ±tega 



(2) !^ia20 02-49 39 7 

2 

±f B^ 3 n/c 7 X (cjijis L,/c^i:^-e±ia-r ^ 

imnoMs ] ±tBeatBrafi^€:»m^sxf-?»p'-c 
«. 

±fBx-^i>^;l'«^tc*fL/T, ±fBaatBM^®©m 

innm9 1 ±iBaBtaMfi^«^w-r5X7-^r t'-c 

«« 

tBB9<^*s^tB 3n^Ci*!^i-r 7 (CiBtt 

©r^ay^/^tSlfljii*. 

20 -^Ma^ig©±i^»«!ia©^sij?ii@«:ffl(,^p,n*^S"j 

±tB e atBMi^i^©mnags{cs-^t>-c-e© i' 7 
[ft««i 1 ] jjaea*BM<?&i^*»ai^-5X7-f 

©^g*ffi. 

[if*JSl 2] ±iasa*BMe&!»*»W^-2.x^ -;,:/-e 
*E©^S:^. 

#^ftffiS5a©±tB^^«ia©^'«>jiii»«:fflc» e,n45iS!i 

±^^^7^ w i> 5f ;K1#*> 6ltlgi©A# 3 ©S[-C^ 0 m 

50 OT:-€-tnpn©aBffiM#»*»m-rsaataHHisis# 



3 

±iB i atBg9<^?g(o»afg*(cs-:Ji»-c ^ ;^ ^fe^a^ 

<t^#t?:/ae/^A ^^Sigsecntf SiiS^ae'^A 
1 7 ] ±iBeSffiMlfea«r©ai-r SXt^ ? 

». 

JJB-r^ i^^JJbM^KSsfLr. ±iB@ a4BM«^<D^aj 
rnmrntifiStiftf^ti, ^tegg*l5H{c-3l»-c±iBae*B 

H^iK*i»ta3ns c iii^t-rsii^jB 1 6 KiBtg 
±885^ 2^ d» jv«-^<Djg*ifiSE^>& i& < L ±iB a a 

tBPII^«j^lii$ti^c£«#l!K&-r^ii^9i 6(ciB 
[000 1 3 

jeM*(CMU. U- h3>-'S-irX{*PCMCPulse QxJe 
Madulation) ^^^S^iCisl^x:^ ^ V^-H )VmmcML 

[0002] 



(3) iNFBa20 02-49 39 7 

4 

[0 00 3] :i- 7' U > ffl 

[0004] 

'XJiWtc <fc -,r^W#:^i6]{c*f Lrf'-^SdJ^&fiScc® 

[0005] Sfc, -9->:7-i;>i/^ia[|^©^!5:^f=^ 

J: Ki^a^Ajrr^- ^© W^l 0*^tf ^ c: <!: *s-c ^T, 

[0006] *^W»feLh©.'S^#^ur^j: $n/c4>© 
f='-/i;5i<rHi^©il»^l|31t±*-m<i:|fiI±U^4f^ 

[0 00 7] 

40 ©sr§j»3tt}L-r'eti-eti©Baffiw#tJt*#tBL'. a 

■^©#it{e:®iSl/fc^Jft4ff ^ c tifi^^ 4. 
[0008] 

ife©jgs§*PiE-r-s. 

[ 0 0 0 9 ] 0 1 {C*sC>T:i-- -^^ ^ :tm-^i(!ia^S 1 0 
50 f'-5'tl*^)i5!>1>->r^';>i^b-h*±Wc»3. 



(4) 
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^■4 :i-7''-^^mm-r?>mc. K^iccdau*-7=-^:^7" > 

[0 0 1 1 ] irts:t>%. :t-7^-f :tft-^^5ffl^|gl 0{C 
tvtcKt}*-^ 1 ^f—^ D 1 0 iSr^i^lBttK:* u> lo 

[0012] aatBHsegpi 1 c<Di#woui/ 

^x^taiHigei 2so-nja!^S'M#«a6Bi 3{cttji& 
•r -s tftfc . &.mm<Dm^^n ^ ?ciK«% i if f r 20 

[ 0 0 1 3 ] */c. pj^i' ^;^:»^Klflffig|5 1 2iiA:fj^ 

X:»Jlgpi 4 {C^-rS. *30 
DR=MAX-MIN+1 



: [0014] ^ ^;^^ffigR 1 4 ni^i? v W 

rffiB^■r-^^-'^•^f->^r^(S^&ADRC (Adaptive Dy 
namic Ranpe Gjdinq) |5IS8g|5i. i^z'A^-y y'D 1 2(0 

[0015] ADRCillSSIJ«d'7Xi5»^»:?'Dl 2{c*r 

(DADRCBKSPK. Ji|^fl«iNt*tT^4>©T&»). 

[00 16]*^{Ctt, 60<D8 lf>7 hCD^^-df (5' 

SP 1 4 ^tt-e®rtgp{CiS:W htiicA D R CBKSS-CitfeRR 
•5. WA«60(Di'^;^$5»-?'{C>^L-C 1 If s. F©a^ 
Ct^l-Ct. 2* =6 45'5X{Ci^-riCi*J-Ctr 
[0017] CC-C. ABRCm'S&m^. i'^yX^yZf 

[00 18] 
[|»11 



Q= { (L-M I N+ 0.5) X 2" /DR) 



CI) 



[0019] (CfiEor. Mia^®«AfiMAX<t«/jNfii 
^b?:tf 5. JJcJa. ( 1 ) 5^fc*ii»r { } Wl^^i^M 

m^mr-r-ao 1 1 ) icf&cxmm^tifuB^f^yf. 

^tl-en0!l^(f 8 If-:; h (m=8) "C^I^S 40 
cls» = S qi (2')' 



[0 02 0] C<DJ:^{cLt)aEI!®Snfci'-7X^» yr^* 

•en^nq„ (n= i~6) irsi^ i^^x^iigpi 

[0 02 1] 

[»2] 



(2) 



[002 2] (C^TSISt^^f-reciJCj:*). ■€■©5' 
a-Fclass %©WrS. 

[0023] c c-c, F^^HUffigWi. SW 

1/ /c ^ X 3 - F cl ass iCyPtft-^^X i a*iMS5#SP 1 



50 



1 5{C#(|&-rS, COi'^J^^- Fclass ' W. ^S"!^ 

i';^^&m-r. H*{c (2) ^tc^ji^r. nttffiiisnyfc 

5'^;^3«5»:/q. ©|St?r^L. C©||«6©0)K©ti^n 
= 6-C*iJ. *A:P»ADRCia8SgBK:*$l,»rBBffi3tl 



(5) 



[0024] C:©J;^{CUT. 5'^::^^^SP1 4WnJ^ 

1 0*»e)tttU3ti/£ii'^x5f vyD 1 2®d7^;o- F 

[0025] 5^?W^I»^* U 1 5 {C«. K 
TKu:^K:*n^tiKtt3tit:4jO. i'^X^^?S514 10 

^SEi'^x3- F^miE-rsr F uxtciBis^n-rtiS 

y' =wi Xi +wt xi +—~"+w» 

[0029] ic^rmmnn^n ^ c i k j; o , ^m^^ 

[0030] uio, ^-r-t tmm&mmm 1 0 <Dm^ 

^fe<Dff$^g(c tji > r «^ 2 {c^-r 3 > f :i - 5? ^jsol^g 
SSiaio«, >'f;^BUS?:/r-L/rcpu2 1. rom 

(Read Only Manor/) 2 2. ^Jt^j<* 'J 1 5*«J5Rf 
■SRAM (Random Access Memory) 1 5 , SO'SHKSB** 
^tl^tlS^SnfclSfiS^WU. CPUll«ROM2 

2 {C*S1WS nr l> S««r © T'P y ^ A *3l^f^S C <!: tC 

mmn i > oj^^'^x^^ttmsiii 2. oj^^^ausi© 30 
mmm s. ;^^;=^^isgiJi 4Ri>'i^a'Jiiii»8Pi 6) t 

[0031] */c, :tft-^i!ia^S 1 0 CC»^ 

A*/N-F7=^:^ei'i?§2 5®-'^-F7'•f Xi'JC^^'iiji 
^^K;5^jiin/c:/Pi^7A{Cfi£-o-rd'^X««S 40 

[0032] J.-- tfW, F^v^;X^©A** 
K2 6?r/M^r^S©3v>F*A:tl^*Ci(cJ:»). 

CPU2 1 icmi^xm 1 (c-oi^riiSBu/ci'^j^^asa 

0»7^-arAffl:^73P2 7*^Ur^*|fi)±3-B-J;^i 

■r4:t-f'^:i-7'-^ (A:^^-7='^^r'-^) DIO 
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1 6(cttt&sn^. 

[ 0 0 2 6 ] s/c. ^aijis^gp 1 6 {c»> pj^^afjiii^ 
ttwaui 3«c*ji>TeBfflMSi»ai5i i *>6©«iHi*ij«fp 

r-^?Di itcrscrpj^i'^x^fflitigui 2<tBi« 
tc^ 0 W bra tti 3 n/c^fijiH^ L J; 5 i -r s Y 

c4i?ri^«'J4?v7-<i:Pf^) D14 
(X, ~X. ) im^iirxi>, 

[002 7 ] ^fMfitgUl 6tt. p^^i!nvll»«|ffiS|J 1 
3*»6«*&$nfc^ilJ^--'^D 1 4 (X, -X, ) 

[0028] 
[|^3] 

X. (3) 

[003 3] H*CC. 03»:t-7^^:4-fi#5&ailgl 
0{<:fcWSi'^:^iJ»®l£Saa®^*JB*^t. 
7"-/ :i-M^i5ailg 1 0 «X7- P'S P 1 0 1 )!I>6^K 
Ma^jatc A-5 i . ifeS < X 7^ s P 1 0 2 {c*}i>r A 
?^^:i-7'-5'D 1 0©aBtBRM^^^ail.. S 

[0034] nfmi^m<o mt^mymi&mm (-ttjiiy 

[oo35]|jeor:i— f'-f ^^t^^aa^s l O W;^7=• 
^.•:^SP l OSJC^-o-C. pf^^'^X^SttflttigPl 2CC 

fci>r. A:^3^-f'^:i-^-^^D i o^mmssk cr^c 
t)-^. fljttj^iHaiT'- 5^ D 1 1) {cjscrtg^sn/cMi^ 

P 1 0 4{c#^r. oi^i'7;^^satHSn 2fc*si.^r 
}aHi3n/ti?^;^^^»:/D 1 2K:?sfLT, 

[00361 3 ■< *m^«iaSfg 1 0 B. f 

^:^^S©*Sm^6n/ci'9X3-Ftc> gBtlMvH^ 
^1 HCfeC»rA:^:i--7'^:t7'-3'D 1 owfiffligtt 
©*iJ5efe» ic i ») » 6 tifcfflM 5 :^ 3 - F L . 
cntcj: 0 nhtvtci^ ^Xa- F^fflt,>T^fiM3l5!^* 

:t(t-^teaiS 1 otti'7;^3- FJc^ff&ufc^jSJ^^fS 

«:^;?>tHtc<»:(cj:»), c©<«:^©A;>3*-r-< :tr'- 
^JD 1 0©iKFa«c^SCl/fc^9JiJ^?^5:fflt»-SCi5&J-r* 

[0037] ^HWissfSv.* y 1 5 *>^K;&asnfc^»j 



(6) 
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Xt^ y S P 1 0 5 {C4slir^i8iISgLg|J 1 6 <D 
- D 1 0 ii^amWUcmfti L fc^mnic J: D . 0fa 

^ 1 0 »X7" 5- T'S P 1 0 8 {C«f -^-C^KABa^lB* 
tBMSI^SPl 1 {c*jt^4A:^il— ^f-HD 1 0©*io 



[0 03 9 ] ^4 {Cfct^r . e BffiMii#SP 1 1 itAtl 
^^aBtBM0&tl(@mgP4 0Riyf4 1 K:«*&-r-5. 

[0040] BammmiWtiimA o itm*)tii$*ifcij 

[0 04 1 ] 

m4] 



W (k5 =0.54+0. 48* cobCjt* k/N) <k=0. 



N- 1> 



(4) 



[004 2] CC«e-:>T^^5>•J/Sg*«©•r5C«!:K:a: 

[0 04 3] H*{C. (4) ^{C*j(,»r. FNJ 

1 »- 

R (t) = 2 

N- 1 ' 



[0 0 44] 36«:eaffira<ft»»asP4ow. mm 

msnfctBM^ (^h) AR 1{C»-:J(,>-C. «ai^tfaBta 
[0 04 5] 



mo 

8 (i) s (1 + t) 



C5) 



[004 6] tCfieoT. N<l©1f:>7'y>i/fiiAi6^C-5 

D 4 0 %^tb L . c ti=s:mmmn^ 4 2 «c«*&-r 

[0047] -^3. i aa«HI&l^^tfiS|54 1 «S BfflH 30 
«^^WgP4 0<i:|5l«tCLr. WDH13n;fc;f U>h'7' 
-ftcML-C. ±JE® (4) ^il5l«©S5»tcJ:0. '^ 

ait*i62EJ6JPHRife3nA*l^«6ia7"-f AR2 (ti 

Ctl*m« (;^> tPfA) «:©»)Hl-r (H5) o 
[004 8] H*{C. eBtiM^tJJ»aiSP4 0*5 (4 ) 
^?:ffll>-5.l^©-y->^^HK TNj adtBM0&|g[»!Hi 
SP4 1*1 (4) ^*fflC>-5^-9->7-JUSgc TNJ iO fe 

[0049] 3 6K: @BtBgg^!»»UigP4 1 ». ^J&S; 40 

(/h) © a EfflM«»«5liBtcitfE-:JWt:ii«-r S J: ^ cc . 
)&SnT*sO, C©iS?^0ffl3nfcffiM.^. (/JN) AR 

1 ©eBfflM?ii#i5Hsc 1 i,c>tim-^i.-f^tiftBBmm 
mmmm s c 3 ^mvi-n. u-c a Btaw^^^msp 
4 11*. ±>s© (5) ^tmm<om^tc^*). B&m 

8l»3lSfflSC3©aBtBM^D4 2*»fflL. cn* 

*»j«ai^siJ4 2{c«i&^i. 
[0050] ¥!i^iiL3ii4 2 us.mmmwim.\ii^4 

0SUf4 l*>6«*&Sti)tS^©aBti5g^Mft{cS-:>l,» 50 



^SmSB 4 0 RZf 4 1 *> 3 nfc S B*iM^ D 
40©ffli. BE.^mmSlD4 l<DmtiC±^fj:^ifiS> 
■otcrn^, C©Ci«tiMSSAR l{C^*tl-ri,>.Sf*^ 

©tefi8i*sS^K:*>WStti-Ct<>^. -^^OtSMSgARl 

Rcf AR 2 -en-en©*-^^ *i(sg^{ca<Ktt*«tci,># 

-C * S C i a L r C ^ S , 
[0 0 5 1 ] i!eor*ij^»8B 4 2 »{:©<!:# A;'33tl 

[0 05 2] seo'C*I^SC8P4 2 tt. 

(/w ARi <i;i^a©-y-'<x{c«j«?a-rj:^{c^-:> 

:&S«lffiSP 12 (01) SC^n^^ilJ^SfitJaiffiSP 1 3 

[0 05 3] C©t|^l5J^i5'7;3^^aaiS|Jl 2 (0 
1 ) -C«. aU«i|SP7^-ifD 1 1 {cJ:o-cm«EI6 

(A) (c^^■rJ:^{ci'^;^^^v:7•^r^<^»^mb, */t 

-m.^mmmti\m 1 ,3 (0 1 > iamtiHiif'- 

D 1 ik:J:o-c®6 (c) cc^TJc^Kii'^;^* 



[0054] cntc^L-c, BE.mm9m.nmsii4 0R 

*BK^D4 l©fiiitcAlr&ll*J&C^ti^. COCi 

{iffiM^AR 1 {c^iti-coif* V i?^^n'-c«3nte5^- 
[005 5] iJ£or*J^SISCgii4 2«. 5'^;;<^r^:7'& 

^^iMdf ty^cDif-rx (ii*raiA{c^f?tii-r«tiJ) ;£s< 
[0 05 6] fieor*J5©ii»aB4 2«. tS'^^^df^^'R 

M (yc) AR2 <h|aI«®-9->fX{GW0Hi-rJ:^{c9«e-^ 

^ttffiap 12 (01) SCfpJIEiigij^istflimSR 1 3 

(HI) tc«$&T5. 

[0 05 7] CCDtB^pJ^^'^X^affigpi 2 (H 
1 ) fflW®mix-3'D 1 1 {cJ:ot:m»S6 
(B) {ciK-rJ:^fc^'7Xdf»^-?'4S<W0aL, 

^^fM^awsp 1 3 (01) -cc*. 

Dl 16Cj:-:>-CH6 (D) tCn^-T Jr^Ki^^X^f i/^i 
[005 8 ] $/c. *lSiS?»gP4 2 »eBffiW<?^it©UJ 

s»4 0&O-4 1 i)^^mii^titc^^<o^Emmmmicm 

SM 0 1 *> n/c e B+BK^ D 4 0 ©fit 
eBtBHfi^|gtD4 lCDfii«b{C;*C#J5:^*3*o/cli 

. Sl-C*^ C i^^L-rc^Sfc*, *ij^?ll»gl!4 2 {* 1 tr 
'J hr^SnSfflM^^-XD 1 5^rtir (TjS:*?-^. 
rij cc^S) . 4{cm^s. 

[0 05 9] CtHm^X. WS«»gP4 2»C©it 
eBtiM«^li:»Hlg|14 0R?^4 1 *>P.«Ji&$nA:iBffi 
M0^D4O<Dffii. aBtBM0^D4 l©{ii{c:^* 
«C^*5tt«r>«^. C<DCtit:ir-7'A:i-m^iCmfmifi 

42«1 t»y hr^SnStaMi'^XD 1 5?rStr-r 

(•r^ctofe. roj r*s) fc5'-5x^gpi 4cc#^iji& 

[0060] C(DJ: 5 tc. eBtBM?ll»SI5 1 1 WtBMSt 
AR l«iC>'AR2-?-n-en©:*-— f^-f :ts«aB«:«iHit*s 

D 1 o®#8t*miimuT^»j?iiS[*-si[ai±3-e.s 

mT-fDl 1 i^fiS-rSi^^fC. ♦BHSCARl&O'A 
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C 0 0 8 1 ] eBtBM?ll»S|5 1 1 «tBM^AR 1 
«^«|-C&.2><!:*{C«. 1 tfi- h"C«3n-2)fBMi'7 

xD 1 5*3ir (^/srto^. r 1 J {c-rs) -gxt^^K. 
IBMSKA R 1 Riy^A R 2 •en-en©:*--?' -f :tmmicm 
<Ktt*5* -5S®t«i®-cife s i # «c «. 1 1 h -cas n 
5ffiK5'^;^D 1 5^Si-c-r (-r/ito^, roj-c4) 

10 S) (Cd^^X^fflgpi 4«C^T6Ci*s-C#^, 

[0062] c<om^. ^-9= A *m^mmm i o » 
aBffiMii^gis 1 1 *^6«j&5nfctBrai'^;^D 1 5 

4, CCDi^pI^^SJftagpi 2*>6#M^3n/i:i'^X 
^r:rD 1 20!>^'^X^>a$n)t*S*«6nft:^'^X3 
-Kclass (C^^-rSfc*. — |Ri^<<Di'5X:^5R(D 
«S*^6^a>J?Sim€:tf ^Ct*i-Ct. cnccjrD-Si 

[0 06 3] Uis. C(D|gi6©?g,^ec*il^rB. gBtS 

20 Hi^^w^4 osc^4 1 3>j 1 ■rxou'Em^mmm^ 

[0064] c©«^. eafflM«^»HigP4 0 m 
4) «aR«H7tc^-r<fc^«c. c©i*^»?asn 

(/h) AR3{C»-cJt»r.^*l9:ffi3n/caB 
. IBHiR»ISB'&S!Rr^<b». e»l^(^eBtBMM@$&@ 
SC3SO£SC4*®J?b. S»S!l?L/cgBtBMSI# 
35H SC 3SDf S C 4 ^n-en©aBtBM«felK4i:3^© 

30 ib)^t^m.<ommc^'^xnm-t^, s^tcgBta 

HC&I^WgU4 0 ( 0 4 ) e BtBMM^fBIB S C 3 

scf s c 4^n-enj»mb?te aiaa^^^i^^t-r s 
ciicio, i&f/c{c»ffi5nfceBw»«^=fe#ij^si» 
S»4 2 (04) tcfiy&t-^. 
[0065] u'EAm%mnmm>A i (04 ) 
». c©i*wow3nfctaM,^ (/w AR3©aBffl 

M?ll»l5ffl SCZmysCA tc«tS-:Jf:r 6 n/c e BtBK 

ws^mmmm s c 5 scxs c e -en-en©a BfflM#» 

ccaBtBra<i»ffagP4 1 (04) ^^mmmnm 
Hsc5&c^sc6-en-en»tiJ0/cg BMi^[^t!(*¥ 

l^fc-r4Ci{cJ:»). «rA:{ceWSnfcaBMI»«^* 

*lJ3t?^»g|5 4 2 (04) t^^M-t S. 
[006 6] C©J: ^tc. ai^©gBtBI9ill^«5ia4S 

ffiH©aB+BB8vllSffiH*fil«t-5Ci(c^c»3, cntc 

J: -s-ca B+BM^4»ai-r-S C i*s-Ct 
50 [00671 m 1 «:-:><, »'C±afiL/c^«!»S»^ * 
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[0 06 8] lastCtet^r. ^WIe1I«3 0«. iS^O 

[0069] c<om^. ^umn^y ^Ji^si jc*> 
r-i :tm-^(immm i o(c*ji»rt>->:?'>; >:J^^am% 

^afy^-dfD 1 0<Di»iSlL.fc7'-^f1^>v^JW=S:*S^Ci 

*!iffi«rt T ^ J: ^ JC 3 ti r C i 4 . 

[ 0 0 7 0 ] *K LT. ^mm^^y -iJlHSl ««t 

isp:*- - ■< ^ff'- 5» 3 0 6^s©ra? I # ^anfc J; 0 ^ 

ffi^t-T'-f ^7='-4?D3 7*ifi£L.. cn^eafflKa 
#SP3 1. n^i'^>^^»fflaJ3 2SCfoI^f!-«'JSI3? 

[007 1 ] aafflBaiii»g»3 i «i^<i-^^:7 ^ ;u 

f 37*»e)^3tlfc4«t*-7^^:f^-*D3 7*3f 
[007 2] iBtBHSI^SPS 1 WCCOtfffftHL^fcgfe 

mt-T'-i ^tf'-^D 3 7(DgetaBa^tca-:3i,>T. 
^aiAtc^ 0 mrmma^m^m^mtammr- ^ d 3 

W8P3 3(c-eti-enfsi&-r-si^t«:. mmi>t(o^tmf^ 

■5. 

[0 0 7 3 ] pI^i'^;^5Ma«ll4iSI53 2W^«ft 

^D37^. B^mmmnsms lifiihm^^^tifcmmm 

■r*) cn5:i'^X»3KSI53 4{ce^il&^i. 
[0074] *7;^^»SI53 4tt. ^:5C^S»a' 
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* NOTICES * 

Japan Patent Office is not responsible for any 
damages caused by the use of this translation. 

1 This document has been translated by connputer. So the translation nnay not reflect the original 
precisely. 

2.**** shows the word which can not be translated. 
3.1n the drawings, any words are not translated. 



CLAIMS 



[Claim(s)] 

[Claim 1] The digitahsignal-processing approach of carrying out having the step which generates 
in the step which computes each auto correlation coefficient in the digital-signal-processing 
approach of changing a digital signal, by starting by the aperture of two or more magnitude from 
the above-mentioned digital signal, the step into which the class classifies based on the 
calculation result of the above-mentioned auto correlation coefficient, and the new digital signal 
which come to change the above-mentioned digital signal by carrying out the prediction 
operation of the above-mentioned digital signal by the prediction method corresponding to the 
class by which the classification was carried out [ above-mentioned ] as the description. 
[Claim 2] The digttal-signal-processing approach according to claim 1 characterized by preparing 
the retrieval range global at least and the local retrieval range as a candidate for calculation of 
the above-mentioned auto correlation coefficient, and computing the above-mentioned auto 
correlation coefficient about the retrieval range concerned to the above-mentioned digital signal 
at the step which computes the above-mentioned auto correlation coefficient. 
[Claim 3] The digital-signal-processing approach according to claim 1 characterized by 
computing the above-mentioned auto correlation coefficient at the step which computes the 
above-mentioned auto correlation coefficient after losing the amplitude component of the 
above-mentioned digital signal. 

[Claim 4] An auto correlation coefficient calculation means to compute each auto correlation 
coefficient in the digital-signal-processing equipment which changes a digital signal by starting 
by the aperture of two or more magnitude from the above-mentioned digital signal, A class 
classification means to classify the class based on the calculation result of the above-mentioned 
auto correlation coefficient, Digital-signal-processing equipment characterized by having a 
prediction operation means to generate the new digital signal which comes to change the above- 
mentioned digital signal by carrying out the prediction operation of the above-mentioned digital 
signal by the prediction method corresponding to the class by which the classification was 
carried out [ above-mentioned ]. 

[Claim 5] The above-mentioned auto correlation coefficient calculation means is digital-signal- 
processing equipment according to claim 4 characterized by preparing the retrieval range global 
at least and the local retrieval range as a candidate for calculation of the above-mentioned auto 
correlation coefficient, and computing the above-mentioned auto correlation coefficient about 
the retrieval range concerned to the above-mentioned digital signal. 

[Claim 6] The above-mentioned auto correlation coefficient calculation means is digital-signal- 
processing equipment according to claim 4 characterized by computing the above-mentioned 
auto correlation coefficient after losing the amplitude conriponent of the above-mentioned digital 
signal. 

[Claim 7] The program storing medium which makes digital-signal-processing equipment perform 
the program which includes in the step which generates the step which computes each auto 
correlation coefficient by starting by the aperture of two or more magnitude from a digital signal, 
the step into which the class classifies based on the calculation result of the above-mentioned 
auto correlation coefficient, and the new digital signal which come to change the above- 
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mentioned digital signal by carrying out the prediction operation of the above-mentioned digital 
signal by the prediction method corresponding to the class by which the classification was 
carried out [ above-mentioned ]. 

[Claim 8] The program storing medium according to claim 7 characterized by preparing the 
retrieval range global at least and the local retrieval range as a candidate for calculation of the 
above-mentioned auto correlation coefficient, and computing the above-mentioned auto 
correlation coefficient about the retrieval range concerned to the above-mentioned digital signal 
at the step which computes the above-mentioned auto correlation coefficient. 
[Claim 9] The program storing medium according to claim 7 characterized by computing the 
above-mentioned auto correlation coefficient at the step which computes the above-mentioned 
auto correlation coefficient after losing the amplitude component of the above-mentioned digital 
signal. 

[Claim 10] In the study approach which generates the prediction coefficient used for the 
prediction operation of the above-mentioned transform processing of the digital-signal- 
processing equipment which changes a digital signal The step which generates the student digital 
signal who degraded the digital signal concerned from the digital signal considered as a request. 
The step which computes each auto correlation coefficient by starting by the aperture of two or 
more magnitude from the above-mentioned student digital signal. The study approach 
characterized by having the step which computes the prediction coefficient corresponding to the 
above-mentioned class based on the step into which the class is classified based on the 
calculation result of the above-mentioned auto correlation coefficient, and the above-mentioned 
digital signal and the above-mentioned student digital signal. 

[Claim 11] The study approach according to claim 10 characterized by preparing the retrieval 
range global at least and the local retrieval range as a candidate for calculation of the above- 
mentioned auto correlation coefficient, and computing the above-mentioned auto correlation 
coefficient about the retrieval range concerned to the above-mentioned digital signal at the step 
which computes the above-mentioned auto correlation coefficient. 

[Claim 1 2] The study approach according to claim 1 0 characterized by computing the above- 
mentioned auto correlation coefficient at the step which computes the above-mentioned auto 
correlation coefficient after losing the amplitude component of the above-mentioned digital 
signal. 

[Claim 1 3] In the study equipment which generates the prediction coefficient used for the 
prediction operation of the above-mentioned transform processing of the digital-signal- 
processing equipment which changes a digital signal A student digital signal generation means to 
generate the student digital signal who degraded the digital signal concerned from the digital 
signal considered as a request, An auto correlation coefficient calculation means to compute 
each auto correlation coefficient by starting by the aperture of two or more magnitude from the 
above-mentioned student digital signal, Study equipment characterized by having a prediction 
coefficient calculation means to compute the prediction coefficient corresponding to the above- 
mentioned class based on a class classification means to classify the class based on the 
calculation result of the above-mentioned auto correlation coefficient, and the above-mentioned 
digital signal and the above-mentioned student digital signal. 

[Claim 14] The above-mentioned auto correlation coefficient calculation means is study 
equipment according to claim 1 3 characterized by preparing the retrieval range global at least 
and the local retrieval range as a candidate for calculation of the above-mentioned auto 
correlation coefficient, and computing the above-mentioned auto correlation coefficient about 
the retrieval range concerned to the above-mentioned digital signal. 
[Claim 1 5] The above-mentioned auto correlation coefficient calculation means is study 
equipment according to claim 1 3 characterized by computing the above-mentioned auto 
correlation coefficient after losing the amplitude component of the above-mentioned digital 
signal. 

[Claim 1 6] The program storing medium which makes study equipment perform the program 
containing the step which computes the prediction coefficient corresponding to the above- 
mentioned class based on the step which generates the student digital signal who degraded the 
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digital signal concerned from the digital signal which considers as a request, the step which 
compute each auto correlation coefficient by starting by the aperture of two or more magnitude 
from the above-mentioned student digital signal, the step into which the class classifies based 
on the calculation result of the above-mentioned auto correlation coefficient, and the above- 
mentioned digital signal and the above-mentioned student digital signal. 

[Claim 17] The program storing medium according to claim 16 characterized by preparing the 
retrieval range global at least and the local retrieval range as a candidate for calculation of the 
above-mentioned auto correlation coefficient, and computing the above-mentioned auto 
correlation coefficient about the retrieval range concerned to the above-mentioned digital signal 
at the step which computes the above-mentioned auto correlation coefficient. 
[Claini 18] The program storing medium according to claim 16 characterized by computing the 
above-mentioned auto correlation coefficient at the step which computes the above-mentioned 
auto correlation coefficient after losing the amplitude component of the above-mentioned digital 
signal. 



[Translation done.] 
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DETAILED DESCRIPTION 



[Detailed Description of the Invention] 
[0001] 

[Field of the Invention] This invention relates to a program storing medium at the digital-signal- 
processing approach, the study approaches, and those equipment lists, and is a rate converter or 
PCM (Pulse Code Modulation). It applies to a program storing medium and is suitable for the 
digital-signal-processing approach of performing interpolation processing of data to a digital 
signal in decode equipment etc., the study approaches, and those equipment lists. 
[0002] 

[Description of the Prior Art] Before inputting a digital audio signal into digital one/analog 
converter conventionally, exaggerated sampling processing which changes a sampling frequency 
by several times the original value is performed. Thereby, the digital audio signal outputted from 
digital one/analog converter is made as [ eliminate / the phase characteristic of an analog anti- 
aliasing filter is kept constant in an audio frequency quantity region, and / the effect of the 
image noise of the digital system accompanying a sampling ]. 

[0003] In this exaggerated sampling processing, the digital filter of a linearity primary (straight 
line) interpolation method is usually used. Such a digital filter generates linear interpolation data 
in quest of the average value of two or more existing data, when a sampling rate changes or data 
are missing. 
[0004] 

[Problem(s) to be Solved by the Invention] However, although the amount of data has become 
precise several times to time amount shaft orientations by linearity linear interpolation as for the 
digital audio signal after exaggerated sampling processing, the frequency band of the digital audio 
signal after exaggerated sampling processing seldom changes to before conversion, and the tone 
quality itself has not improved. Furthermore, since the interpolated data were not necessarily 
generated based on the wave of the analog audio signal in front of A/D conversion, most its 
wave repeatability has not improved. 

[0005] Moreover, although the frequency was changed using the sampling rate converter when 
the digital audio signal from which a sampling frequency differs was dubbed, it was difficult to be 
able to perform only interpolation of linear data but to improve tone quality and wave 
repeatability with a linearity primary digital filter, also by this case. Furthermore, it is the same 
when the data sample of a digital audio signal is missing. 

[0006] This invention was made in consideration of the above point, and tends to propose a 
program storing medium in the digital-signal-processing approach which may improve the wave 
repeatability of a digital signal much more, the study approaches, and those equipment lists. 
[0007] 

[Means for Solving the Problem] Conversion which was adapted for the description of a digital 
signal much more can be performed by computing each auto correlation coefficient in this 
invention by starting by the aperture of two or more magnitude from a digital signal, in order to 
solve this technical problem, classifying the class based on the calculation result of an auto 
correlation coefficient, and having changed the digital signal by the prediction method 
corresponding to the classified class. 
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[0008] 

[Embodiment of the Invention] About a drawing, the gestalt of 1 operation of this invention is 
explained in full detail below. 

[0009] In case the audio signal processor 1 0 raises the sampling rate of a digital audio signal 
(this is called audio data below) or audio data are interpolated in drawing 1 , it is made as 
[ generate / the audio data near a true value / class classification application processing ]. 
[0010] Incidentally, the audio data in the gestalt of this operation are the musical-sound data 
showing human being s voice, the sound of a musical instrument, etc., and data which express 
various sounds further in addition to this. 

[001 1] That is, in the audio signal processor 10, after the autocorrelation operation part 1 1 cuts 
down the input audio data D10 supplied from the input terminal TIN as current data for every 
predetermined time, it computes an auto correlation coefficient by the auto correlation 
coefficient judging approach mentioned later about each cut-down current data concerned, and 
performs the judgment of the field started on a time-axis, and phase fluctuation based on the 
computed auto correlation coefficient concerned. 

[0012] The autocorrelation operation part 11 is supplied to the class classification section 14 as 
a correlation class D15 which expresses with 1 bit the result of having judged phase fluctuation 
while supplying it to the adjustable class classification extract section 12 and the adjustable 
prediction operation extract section 1 3 about each current data cut down at this time by using 
as the extract control data D1 1 the result of having judged the field started on a time-axis. 
[0013] The adjustable class classification extract section 12 moreover by starting and carrying 
out the field specified according to the extract control data D1 1 to which the input audio data 
D10 supplied fi^om the input terminal TIN were supplied from the autocorrelation operation part 
1 1 The audio data point (this is hereafter called a class tap) D12 which is going to carry out a 
class classification is extracted (in the case of the gestalt of this operation (for example, six 
samples), it carries out), and this is supplied to the class classification section 1 4. 
[0014] The class classification section 14 is ADRC (Adaptive Dynamic Range Coding) which 
compresses the class tap D12 extracted in the adjustable class classification extract section 12, 
and generates a compression data pattern. It has the circuit section and the class code 
generating circuit section which generates the class code to which the class tap D12 belongs. 
[0015] The ADRC circuit section forms pattern compressed data by performing an operation 
which is compressed into 2 bits from 8 bits as opposed to the class tap D12. Since this ADRC 
circuit section can perform accommodative quantization and can express the local pattern of 
signal level efficiently by the short word length here, it is used for code generating of a class 
classification of a signal pattern. 

[0016] When it is going to carry out the class classification of the six 8-bit data (class tap), it 

must classify into a huge number 248 of classes, and, specifically, the burden on a circuit 

increases. So, in the class classification section 1 4 of the gestalt of this operation, a class 

classification is performed based on the pattern compressed data generated in the ADRC circuit 

section prepared in that interior For example, if 1 -bit quantization is performed to six class taps, 

six class taps can be expressed with 6 bits, and can be classified into 26 = 64 class. 

[0017] When it is here, and the ADRC circuit section sets the data level of m and each class tap 

to L and sets [ the dynamic range of a class tap ] a quantization code to Q for DR and bit 

assignment, it is a degree type and [0018]. 

[Equation 1] 
DR=MAX-MIN+1 

Q= { (L-MIN+ 0.5) X2- /DR) -v-Cl). 

[0019] It is alike, and it follows and quantizes by dividing equally by the bit length which had 
between the maximum MAX in a field, and the minimum values MIN specified. In addition, in (1) 
type, { } means the cut-off processing below decimal point. Supposing six class taps extracted in 
this way according to the judgment result (extract control data D1 1) of the auto correlation 
coefficient computed in the autocorrelation operation part 1 1 consist of 8 bits (m= 8), for 
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example, respectively, as for these, each will be compressed into 2 bits in the ADRC circuit 
section. 

[0020] Thus, if the compressed class tap is set to qn (n=1-6), respectively, the class code 
generating circuit section prepared in the class classification section 1 4 is the compressed class 
tap qn. It is based and is a degree type and [0021]. 
[Equation 2] 

class = i: ai (2'')' (Z) 

[0022] Class code class which shows the class to which the class tap (q1 -q6) belongs by being 
alike and performing the shown operation It computes. 

[0023] Here, the class code generating circuit section is the computed class code class. The 
correlation class D15 expressed with 1 bit which matched and was supplied from the 
autocorrelation operation part 11 is unified, and the class code data D13 in which class code 
class ' obtained by this is shown are supplied to the prediction coefficient memory 1 5. This class 
code class ' shows the read-out address at the time of reading a prediction coefficient from the 
prediction coefficient memory 15. Incidentally it is the class tap qn into which n was compressed 
in (2) types. A number is expressed and, in the case of the gestalt of this operation, it is n= 6, 
and P expresses the bit assignment compressed in the ADRC circuit section, and, in the case of 
the gestalt of this operation, is P= 2. 

[0024] Thus, the class classification section 1 4 is matched with the class code of the class tap 
bl2 extracted from the input audio data D10 in the adjustable class classification extract 
section 12, unifies the correlation class D15, generates the class code data D13 obtained by this, 
and supplies this to the prediction coefficient memory 1 5. 

[0025] Set W1 -Wn of the prediction coefficient which the set of the prediction coefficient 
corresponding to each class code is memorized to the address corresponding to a class code by 
the prediction coefficient memory 15, respectively, and is memorized to the address 
corresponding to the class code concerned based on the class code data D13 supplied from the 
class classification section 14 It is read and the prediction operation part 16 is supplied. 
[0026] Moreover, the audio data point (this is hereafter called a prediction tap) D14 (XI -Xn) 
which started like the adjustable class classification extract section 1 2, and was extracted 
according to the extract control data D1 1 from the autocorrelation operation part 1 1 in the 
adjustable prediction operation extract section 1 3 and which is going to carry out a prediction 
operation is supplied to the prediction operation part 1 6. 

[0027] The prediction operation part 16 is the prediction tap D14 (XI -Xn) supplied from the 
adjustable prediction operation extract section 13, and prediction coefficient W1 -Wn supplied 
from the prediction coefficient memory 1 5. It receives and is a degree type [0028]. 
[Equation 3] 

y' =wi xi +wb x« + +Wd x« (3) 

[0029] Prediction result y' is obtained by being alike and performing the shown sum-of-products 
operation. This forecast y' is outputted from the prediction operation part 16 as audio data D16 
with which tone quality has been improved. 

[0030] In addition, although functional block mentioned above about drawing 1 as a configuration 
of the audio signal processor 10 was shown, the equipment of a computer configuration shown in 
drawing 2 in the gestalt of this operation as a concrete configuration which constitutes this 
functional block is used. In drawing 2 namely, the audio signal processor 10 It has RAM (Random 
Access Memory)15 which constitutes CPU21, ROM (Read Only Memory )22. and the prediction 
coefficient memory 15 through Bus BUS, and the configuration to which each circuit section was 
connected, respectively. By performing the various programs stored in ROM22, CPU1 1 It is made 
as [ operate / as each functional block (the autocorrelation operation part 11, the adjustable 
class classification extract section 12, the adjustable prediction operation extract section 13, the 
class classification section 1 4, and prediction operation part 1 6) mentioned above about drawing 

13- 

[0031] Moreover, It has the removable drive 28 which reads information from external storage. 
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such as the communication link interface 24 and floppy disk which cohimunicate between 
networks, and a magneto-optic disk, to the audio signal processor 10, each program for 
performing class classification application processing mentioned above about drawing 1 can be 
read into the hard disk of a hard disk drive unit 25 from a network course or external storage, 
and class classification adaptation processing can also be carried out according to the read 
program concerned. 

[0032] A user performs class classification processing mentioned above about drawing 1 to 
CPU21 by inputting a predetermined command through the input means 26, such as a keyboard 
and a mouse. In this case, after the audio signal processor 10 inputs the audio data (input audio 
data) D10 which are going to raise tone quality through the data I/O section 27 and performs 
class classification application processing to the input audio data D10 concerned, it is made as 
*[ output / through the data I/O section 27 / the audio data D16 whose tone quality improved / 
outside ]. 

[0033] Incidentally, drawing 3 shows the procedure of the class classification adaptation 
processing in the audio signal processor 1 0, and if the audio signal processor 1 0 goes into the 
procedure concerned from a step SP 101. it will compute the auto correlation coefficient of the 
input audio data DIO in the continuing step SP 102. and will perform the judgment of the field 
started on a time-axis in the autocorrelation operation part 1 1 , and phase fluctuation based on 
the computed auto correlation coefficient concerned. 

[0034] The judgment result (namely, extract control data D1 1) of the field started on a time-axis 
is expressed based on whether similarity is in boom hoisting of the description part of the input 
audio data DIO, and the amplitude of the neighborhood, and it determines the field which a 
prediction tap starts while it determines the field which a class tap starts. 

[0035] Therefore, the class tap D12 is extracted by the audio signal processor s 10 moving to a 
step SP 1 03, and starting the field specified according to the judgment result (namely, extract 
control data D11) in the input audio data DIO in the adjustable class classification extract 
section 12. And the audio signal processor 10 moves to a step SP 104, and a class is classified 
to the class tap D12 extracted in the adjustable class classification extract section 12. 
[0036] Furthermore, the audio signal processor 10 unifies the correlation class code obtained by 
the judgment result of phase fluctuation of the input audio data DIO in the autocorrelation 
operation part 1 1 in the class code obtained as a result of the class classification, and reads a 
prediction coefficient from the prediction coefficient memory 1 5 to it using the class code 
obtained by this. This prediction coefficient corresponds for every class by study beforehand, 
and is stored, and the audio signal processor 10 can use the prediction coefficient corresponding 
to the description of the input audio data DIO at this time by reading the prediction coefficient 
corresponding to a class code. 

[0037] The prediction coefficient read from the prediction coefficient memory 15 is used for the 
prediction operation of the prediction operation part 16 in a step SP 105. Thereby, the input 
audio data DIO are changed into the audio data D16 considered as a request by the prediction 
operation which was adapted for the description. In this way, the input audio data DIO are 
changed into the audio data D16 with which the tone quality has been improved, and the audio 
signal processor 1 0 moves to a step SP 1 06, and ends the procedure concerned. 
[0038] Next, the auto correlation coefficient judging approach of the input audio data DIO in the 
autocorrelation operation part 11 of the audio signal processor 10 is explained. 
[0039] In drawing 4 , the autocorrelation operation part 1 1 is made as [ cut / the input audio 
data. DIO supplied from the input terminal TIN ( drawing 1 ) / for every predetermined time / as 
each current data ]. and supplies the current data cut down at this time to the auto correlation 
coefficient calculation sections 40 and 41. 

[0040] The auto correlation coefficient calculation section 40 is a degree type and [0041] to the 
cut-down current data. 
[Equation 4] 

W (k) =p* 544-0. 46* cosCff* k/N) <k=0. N-l> 

(4) 
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[0042] time amount location current observed as by it being alike, and following and carrying out 
the multiplication of the Hamming aperture shows to drawing 5 from — the made retrieval range 
data AR 1 (this is hereafter called a correlation aperture (smallness)) for right and left are cut. 
down. 

[0043] Incidentally, in (4) types, "N" expresses the measurement size of a correlation aperture 
and "u" expresses the sample data of what position it is. 

[0044] Furthermore, based on the started correlation aperture (smallness). it is made as 
[ choose / the autocorrelation computing range set up beforehand ], the autocorrelation 
computing range SC 1 is chosen based on the correlation aperture (smallness) AR 1 started at 
this time, and the auto correlation coefficient calculation section 40 is a degree type and [0045]. 

[Equation 5] 

R (t) = "i:'* g (i) g (i + t) C5) 

N-t 

[0046] Signal wave form g which is alike, follows and consists of a sampling value of N individual 
(i) Signal wave form g which was able to shift only time delay t (i+t) It multiplies, respectively, 
and it accumulates, and by equalizing, it receives and this is. supplied [ the autocorrelation 
coefficient D 40 of the autocorrelation computing range SC 1 is computed, and ] to the judgment 
operation part 42. 

. [0047] time amount location current which the auto correlation coefficient calculation section 41 
observes by carrying out the multiplication of the Hamming aperture by the same operation as 
above-mentioned (4) types to the cut-down current data like the auto correlation coefficient 
calculation section 40 on the other hand from — the made retrieval range data AR 2 (this is 
hereafter called a correlation aperture (size)) for right and left are cut down ( drawing 5 ). 
[0048] Incidentally, the measurement size at the time of the auto correlation coefficient 
calculation section 40 using (4) types "N" is set up so that it may become smaller than the 
measurement size at the time of the auto correlation coefficient calculation section 41 using (4) 
types "N." 

[0049] Furthermore, the auto correlation coefficient calculation section 41 is made as [ choose / 
as the autocorrelation computing range of the correlation aperture (smallness) started among 
the autocorrelation computing ranges set up beforehand / it / match and ], and chooses the 
autocorrelation computing range SC 3 matched with the autocorrelation computing range SC 1 
of the correlation aperture (smallness) AR 1 started at this time. And by the same operation as 
above-mentioned (5) types, the auto correlation coefficient calculation section 41 computes the 
autocorrelation coefficient D 42 of the autocorrelation computing range SC 3, and supplies this 
to the judgment operation part 42. 

[0050] The judgment operation part 42 is based on each auto correlation coefficient suppljed 
from the auto correlation coefficient calculation sections 40 and 41. The value of the 
autocorrelation coefficient D 40 which is made as [judge / the field started on the time-axis of 
the input audio data D10 ], and was supplied from the auto correlation coefficient calculation 
sections 40 and 41 at this time, The condition of an audio wave expressed with digital one by 
which this is contained in the correlation aperture AR 1 when there was a big difference in the 
value of the autocorrelation coefficient D 41, the condition of an audio wave expressed with 
digital ones contained in the correlation aperture AR 2 is extremely different widely — that is, 
the correlation apertures AR1 and AR2 — it expresses that it is the unstationary state which 
does not have similarity in each audio wave. 

[0051] Therefore, it judges with having the need of shortening size (field started on a time-axis) 
of a class tap and a prediction tap, in order for the judgment operation part 42 to find out the 
description of the input audio data D10 inputted at this time and to raise a prediction operation 
much more. 

[0052] Therefore, the judgment operation part 42 generates the extract control data D1 1 
determined so that the size (field started on a time-axis) of a class tap and a prediction tap may 
be started in the same size as the correlation aperture (smallness) AR 1 , and supplies this to the 
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adjustable class classification extract section 12 ( drawing 1 ) and the adjustable prediction 
operation extract section 1 3 ( drawing 1 ). 

[0053] In this case, in the adjustable class classification extract section 12 ( drawing 1 ). with the 
extract control data D11. as shown in drawing 6 (A), a class tap is started short, and in the 
adjustable prediction operation extract section 13 ( drawing 1 ), with the extract control data 
D1 1, as shown in drawing 6 (CX a prediction tap is short started in the same size as a class tap. 
[0054] On the other hand, the value of the autocorrelation coefficient D 40 supplied from the 
auto correlation coefficient calculation sections 40 and 41, The condition of an audio wave 
expressed with digital one by which this is contained in the correlation aperture AR 1 when there 
was no big difference in the value of the autocorrelation coefficient D 41. The condition of an 
audio wave expressed with digital one contained in the correlation aperture AR 2 is not 
extremely different widely, that is. it expresses that it is the steady state which has similarity in 
an audio wave. 

[0055] Therefore, it judges with the judgment operation part 42 finding out the description of the 
input audio data D10 inputted at this time when size (field started on a time-axis) of a class tap 
and a prediction tap was lengthened, and fully being able to perform a prediction operation. 
[0056] Therefore, the judgment operation part 42 generates the extract control data D1 1 
determined so that the size (field started on a time-axis) of a class tap and a prediction tap may 
be started in the same size as the correlation aperture (size) AR 2, and supplies this to the 
adjustable class classification extract section 12 ( drawing 1 ) and the adjustable prediction 
operation extract section 13 ( drawing 1 ). 

[0057] In this case, in the acijustable class classification extract section 1 2 ( drawing 1 ), with the 
extract control data D11, as shown in drawing 6 (B), a class tap is started for a long time, and in 
the adjustable prediction operation extract section 13 ( drawing 1 ), with the extract control data 
D1 1, as shown in drawing 6 (D), a prediction tap is started for a long time in the same size as a 
class tap. 

[0058] Moreover, the judgment operation part 42 is based on each auto correlation coefficient 
supplied from the auto correlation coefficient calculation sections 40 and 41. The value of the 
autocorrelation coefficient D 40 which is made as [judge / phase fluctuation of the input audio 
data D10 ], and was supplied from the auto correlation coefficient calculation sections 40 and 41 
at this time. Since it expresses that this is an unstationary state which does not have similarity 
in an audio wave when there is a big difference in the value of the autocorrelation coefficient D 
41, the judgment operation part 42 stands the correlation class D15 expressed with 1 bit (that is, 
it is made "1"), and supplies it to the class classification section 14. 

[0059] On the other hand, since the judgment operation part 42 expresses that this is a steady 
state which has similarity in an audio wave when there is no big difference in the valuei of the 
autocorrelation coefficient D 40 supplied from the auto correlation coefficient calculation 
sections 40 and 41 at this time, and the value of the autocorrelation coefficient D 41, it supplies 
the judgment operation part 42 at the class classification section 14 for not standing the 
correlation class D1 5 expressed with 1 bit (that is, it being "0"). 

[0060] thus, the autocorrelation operation part 11 — the correlation apertures AR1 and AR2, 
when it is the unstationary state which does not have similarity in each audio wave In order to 
find but the description of the input audio data D10 and to raise a prediction operation much 
more while generating the extract control data D1 1 determined so that a tap may be started 
^hort — the correlation apertures AR1 and AR2 — when it is the steady state which has 
similarity in each audio wave, the extract control data D1 1 determined so that a tap may be 
started for a long time can be generated. 

[0061] moreover, the autocorrelation operation part 11 — the correlation apertures AR1 and 
AR2, when it is the unstationary state which does not have similarity in each audio wave the 
correlation class D15 expressed with 1 bit — standing (that is, it being made "1 ") — ** — the 
correlation apertures AR1 and AR2, when it is the steady state which has similarity in each audio 
wave It can supply at the class classification section 14 for not standing the correlation class 
D15 expressed with 1 bit (that is, it being ''0"). 

[0062] The audio signal processor 10 in this case, the correlation class D15 supplied from the 



httD://www4.iDdl.iDo.go.iD/cgi-bin/tran web cm eiie 



2004/08/27 



7/12^— 



autocorrelation operation part 1 1 Class code class obtained as a result of carrying out the class 
classification of the class tap D12 supplied from the good variationses extract section 12 at this 
time In order to unify. A prediction operation can be performed from the frequency of many class 
classifications much more, and the audio data with which tone quality has been improved much 
more by this can be generated. 

[0063] In addition, although the case where the auto correlation coefficient calculation sections 
40 and 41 chose one autocorrelation computing range was described, you may make it this 
invention choose not only this but two or more autocorrelation computing ranges in the gestalt 
of this operation. 

[0064] In this case, as shown in drawing 7 , when choosing the autocorrelation computing range 
set up beforehand based on the correlation aperture (smallness) AR 3 started at this time, the 
auto correlation coefficient calculation section 40 ( drawing 4 ) chooses the autocorrelation 
computing ranges SC3 and SC4, and computes each auto correlation coefficient by the same 
operation as the selected autocorrelation computing range SC 3 concerned and SC4above- 
mentioned (5) type, further — the auto correlation coefficient calculation section 40 ( drawing 
4 ) — the autocorrelation computing ranges SC3 and SC4 — the newly computed selfH^unction 
multiplier is supplied to the Judgment operation part 42 ( drawing 4 ) by equalizing the self- 
function multiplier computed, respectively. 

[0065] On the other hand, the auto correlation coefficient calculation section 41 ( drawing 4 ) 
chooses the autocorrelation computing ranges SC5 and SC6 matched with the autocorrelation 
computing ranges SC3 and SC4 of the correlation aperture (smallness) AR 3 started at this time, 
and computes each auto correlation coefficient by the same operation as the selected 
autocorrelation computing range SC 5 concerned and SC6above-mentioned (5) type, further — 
the auto correlation coefficient calculation section 41 ( drawing 4 ) — the autocorrelation 
computing ranges SC5 and SC6 — the newly computed self-function multiplier is supplied to the 
judgment operation part 42 ( drawing 4 ) by equalizing the self-function multiplier computed, 
respectively. 

[0066] Thus, if two or more autocorrelation computing ranges are chosen, the auto correlation 
coefficient calculation section will secure a wide range autocorrelation computing range much 
more, and. thereby, the auto correlation coefficient calculation section can compute an auto 
correlation coefficient with many measurement sizes much more. 

[0067] Next, the study circuit for obtaining beforehand the set of the prediction coefficient for 
every class memorized to the prediction coefficient memory 1 5 mentioned above about drawing 
1 by study is explained. 

[0068] In drawing 8 , the study circuit 30 receives the teacher audio data D30 of the quality of 
loud sound in the student signal generation filter 37. The student signal generation filter 37 is 
made as [ lengthen / the teacher audio data D30 / for every predetermined time / at the rate of 
infanticide set up by the rate setting signal D39 of infanticide / between predetermined 
samples ]. 

[0069] In this case, the prediction coefficient generated changes with rates of infanticide in the 
student signal generation filter 37. and the audio data reproduced with the above-mentioned 
audio signal processor 10 according to this also differ. For example, when it is going to improve 
the tone quality of audio data by making a sampling fr-equency high in the above-mentioned audio 
signal processor 10. infanticide processing which reduces a sampling frequency is performed with 
the student signal generation filter 37. Moreover, when aiming at improvement in tone quality by 
compensating the data sample which lacked the input audio data D10 in the above-mentioned 
audio signal processor 1 0 to this, according to this, it is made as [ perform / infanticide 
processing made to lack a data sample ] with the student signal generation filter 37. 
[0070] infanticide processing predetermined [ from the teacher audio data 30 ] in this way in the 
student signal generation filter 37 — the student audio data D37 ~ generating — this — the 
autocorrelation operation part 31. the adjustable class classification extract section 32, and the 
adjustable prediction operation extract section 33 — it is alike, respectively and supplies. 
[0071] After the autocorrelation operation part 31 divides into the field (it carries out to every 
the case of the gestalt of this operation, 6 [ for example, ], samples) for every predetermined 
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time the student audio data D37 supplied from the student signal generation filter 37, it 
computes that auto correlation coefficient by the auto correlation coefficient judging approach 
mentioned above in drawing 4 about the wave of each divided time domain concerned, and Judges 
the field and the phase fluctuation which are started on a time-axis based on the computed auto 
correlation coefficient concerned. 

[0072] The autocorrelation operation part 31 is supplied to the class classification section 14 by 
using the judgment result of phase fluctuation as the correlation data D35 while supplying it to 
the adjustable class classification extract section 32 and the adjustable prediction operation 
extract section 33 based on the auto correlation coefficient of the student audio data D37 
computed at this time, respectively by using as the extract control data D31 the judgment result 
of the field started on a time-axis. 

[0073] Moreover, by starting and carrying out the field specified according to the extract control 
data D31 to which the student audio data D37 supplied from the student signal generation filter 
37 were supplied from the self-function operation part 31, the adjustable class classification 
extract section 32 extracts the class tap D32 which is going to carry out a class classification 
(in the case of the gestalt of this operation (for example, six samples), it carries out), and 
supplies this to the class classification section 34. 

[0074] The class classification section 34 is ADRC (Adaptive Dynamic Range Coding) which 
compresses the class tap D32 extracted in the adjustable class classification extract section 32, 
and generates a compression data pattern. It has the circuit section and the class code 
generating circuit section which generates the class code to which the class tap D32 belongs. 
[0075] The ADRC circuit section forms pattern compressed data by performing an operation 
which is compressed into 2 bits from 8 bits as opposed to the class tap D32. Since this ADRC 
circuit section can perform accommodative quantization and can express the local pattern of 
signal level efficiently by the short word length here, it is used for code generating of a class 
classification of a signal pattern. 

[0076] When it is going to carry out the class classification of the six 8-bit data (class tap), it 
must classify into a huge number 248 of classes, and, specifically, the burden on a circuit 
increases. So, in the class classification section 34 of the gestalt of this operation, a class 
classification is performed based on the pattern compressed data generated in the ADRC circuit 
section prepared in that interior. For example, if 1-bit quantization is performed to six class taps, 
six class taps can be expressed with 6 bits, and can be classified into 26 = 64 class. 
[0077] Here, it sets [ the dynamic range of a class tap ] a quantization code to Q for DR and bit 
assignment, setting the data level of m and each class tap as L, and the ADRC circuit section 
quantizes by dividing equally by the bit length which had between the maximum MAX in a field, 
and the minimum values MIN specified by the same operation as above-mentioned (1) type. 
Supposing six class taps extracted in this way according to the judgment result (extract control 
data D31) of the auto correlation coefficient computed in the autocorrelation operation part 31 
consist of 8 bits (m= 8), for example, respectively, as for these, each wilt be compressed into 2 
bits in the ADRC circuit section. 

[0078] Thus, if the compressed class tap is set to qn (n=1-6), respectively, the class code 
generating circuit section prepared in the class classification section 34 is the compressed class 
tap qn. Class code class which shows the class to which the class tap (q1 -q6) belongs by being 
based and performing the same operation as above-mentioned (2) types It computes. 
[0079] Here, the class code generating circuit section is the computed class code class. The 
correlation data D35 which matched and were supplied from the autocorrelation operation part 
31 are unified, and the class code data D34 in which class code class ' obtained by this is shown 
are supplied to the prediction coefficient memory 15. This class code class ' shows the read-out 
address at the time of reading a prediction coefficient from the prediction coefficient memory 15. 
Incidentally it is the class tap qn into which n was compressed in (2), types. A number is 
expressed and, in the case of the gestalt of this operation, it is n= 6, and P expresses the bit 
assignment compressed in the ADRC circuit section, and, in the case of the gestalt of this 
operation, is P= 2. 

[0080] Thus, the class classification section 34 is matched with the class code of the class tap 
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032 extracted from the student audio data D37 in the adjustable class classification section 
extract section 32, unifies the correlation data D35, generates the class code data D34 obtained 
by this, and supplies this to the prediction coefficient memory 1 5. 

[0081] Moreover, the prediction tap D33 (XI -Xn) which started like the adjustable class 
classification extract section 32, and was extracted according to the extract control data D31 
from the autocorrelation operation part 31 in the adjustable prediction operation extract section 

33 and which is going to carry out a prediction operation is supplied to the prediction coefficient 
calculation section 36. 

[0082] The prediction coefficient calculation section 36 stands a normal equation using the class 
code data D34 (class code class /) supplied from the class classification section 34, each 
prediction tap D33, and the teacher audio data D30 of the quality of loud sound supplied from 
the input edge TIN. 

[0083] namely, the level of n sample of the student audio data D37 — respectively — xl, x2 , 

xn ****** — the quantization data of the result of having been alike, respectively and having 
performed p-bit ADRC — q1, .., qn ** — it carries out. At this time, the class code class of this 

field is defined like above-mentioned (2) types. And they are xl, x2, xn about the level of the 

student audio data D37 as mentioned above, respectively. When it carries out and level of the 
teacher audio data D30 of the quality of loud sound is set to y, they are prediction coefficients 
w1 , w2, .., wn for every class code. The linearity presumption type of n tap to depend is set up. It 
is this A degree type and [0084] 
[Equation 6] 

y=wi Xl H-W2 Xl + + Wo Xa C6) 

[0085] It carries out. Before study, it is Wn. It is an undetermined coefficient. 

[0086] In the study circuit 30, it learns to two or more audio data for every class code. When a 

data measurement size is M, above-mentioned (6) types are followed, and it is a degree type and 

[0087]. 

[Equation 7] 

Yk =W| Xkl + Wa Xk«-|- Wa Xkn C7) 

[0088] It ******. however. k= — 1, 2, and .... it is M. 

[0089] In M>n, they are a prediction coefficient w1 and ....wn. Since it is not decided uniquely, it 
is the element of the error vector e A degree type and [0090] 
[Equation 8] 

e ii —y* — {wi Xkj + wa Xkj + Wn Xko) (8) 

[0091] It is defined as alike (however, k= 1, 2 M), and is a degree type and [0092]. 

[Equation 9] 

e« = i: e«k C9) 

k-o 

[0093] It asks for the prediction coefficient made into min. It is a solution method by the so- 
called least square method. 

[0094] wn according to (9) types here It asks for a partial differential coefficient. In this case, a 
degree type, [0095] 
[Equation 10] 

= r Gk = S 2 Xkl • Ck 

= i:2xki-ek 2 n) (10) 

k-» 

[0096] What is necessary is Just to calculate each Wn (n=1-6) so that it may be made "0." 
[0097] And a degree type. [0098] 
[Equation 11] 
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Xi j= S x^* • Xpf 



(11) 



[0099] [Equation 12] 
Y i = i: Xk, • y» 



(12) 



[0100] ** — like — Xij and Yi if a definition is given — (10) types — a matrix — using — a 
degree type and [0101] 
[Equation 13] 



X,, 
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X 1 tt 




Wi 




Yi 


Xat 


X,8 


•••••• 




Wa 




Y> 


X n I 








Wa 




Y. 



(13) 



[0102] It is expressed by carrying out. 

[0103] Generally this equation is called the normal equation. In addition, it is n= 6 here. 
[0104] the prediction coefficient calculation section 36 after the input of all the data for study 
(the teacher audio data D30, the class code class, and prediction tap D33) is completed — each 
class code class the normal equation having shown in above-mentioned (13) equations — 
standing — this normal equation — sweeping out — general matrix solution methods, such as 
law, — using — every — Wn ******** — it solves and a prediction coefficient is computed for 
every class code. The prediction coefficient calculation section 36 writes each computed 
prediction coefficient (D36) in the prediction coefficient memory 1 5. 

[0105] As a result of performing such study, in the prediction coefficient memory 15, they are 

the quantization data q1 q6. The prediction coefficient for presuming the audio data y of the 

quality of loud sound is stored for every class code for every pattern specified. This prediction 
coefficient memory 15 is used in the audio signal processor 10 mentioned above about drawing 
1 . By this processing, study of the prediction coefficient for creating the audio data of the 
quality of loud sound from the usual audio data according to a linearity presumption type is 
completed. 

[01 06] Thus, the study circuit 30 can generate the prediction coefficient for the interpolation 
processing in the audio signal processor 10 in consideration of extent which performs 
interpolation processing in the audio signal processor 1 0 by performing infanticide processing of 
the teacher audio data of the quality of loud sound with the student signal generation filter 37. 
[0107] In the above configuration, the audio signal processor 10 computes the auto correlation 
coefficient in the time amount wave field of the input audio data D10 in the autocorrelation 
operation part 11. The judgment result which the autocorrelation operation part 11 judges 
changes for every tone quality of the input audio data D10, and, as for the audio signal processor 
10, the class is specified based on the judgment result of the auto correlation coefficient of the 
input audio data D10. 

[0108] Beforehand, at the time of study, it asks for the prediction coefficient for obtaining the 
audio data (teacher audio data) of the quality of loud sound without distortion for every class, 
and the audio signal processor 10 carries out the prediction operation of the input audio data 
DIG by which the class classification was carried out based on the judgment result of an auto 
correlation coefficient with the prediction coefficient according to the class. Thereby, since a 
prediction operation is carried out using the prediction coefficient according to the tone quality, 
tone quality of input audio data DIO improves to practically sufficient extent. 
[0109] Moreover, even if phase fluctuation arises at the time of class classification adaptation 
processing of the input audio data DIO in the audio signal processor 10 by asking for the 
prediction coefficient corresponding to each about much teacher audio data with which phases 
differ at the time of the study which generates the prediction coefficient for every class, 
processing corresponding to phase fluctuation can be performed. 
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[01 10] According to the above configuration, the input audio data D10 are convertible for the 
audio data D16 of the quality of loud sound much more by carrying out the class classification of 
the input audio data D10 based on the Judgment result of the auto correlation coefficient in the 
time amount wave field of the input audio data D10, and having been made to carry out the 
prediction operation of the input audio data D10 using the prediction coefficient based on the 
result concerned by which the class classification was carried out. 

[0111] In addition, it sets in the gestalt of above-mentioned operation. When the autocorrelation 
operation part 1 1 and 31 calculates according to above-mentioned (5) types, using the data (the 
self-computinjg range SC 2 which was matched and was chosen as the self-computing range SC 

1 from the self-computing range SC 1 chosen based on the correlation aperture (smallness), and 
the correlation aperture (size)) of a time amount axial-wave form as it is Although the case 
where an auto correlation coefficient was computed was described You may make it this 
invention compute an auto correlation coefficient by calculating the changed translation data 
concerned according to above-mentioned (5) types after changing the inclination polarity 
concerned into the data expressed as characteristic quantity paying attention to the inclination 
polarity of not only this but a timie amount axial-wave form. 

[0112] In this case, the auto correlation coefficient computed when the translation data changed 
into the data expressed as characteristic quantity in the inclination polarity of a time amount 
axial-wave form calculated the translation data concerned according to above-mentioned (5) 
types, since an amplitude component was removed is called for as a value independent of the 
amplitude. Therefore, the autocorrelation operation part computed by calculating translation data 
according to above-mentioned (5) types can ask for the auto correlation coefficient for which it 
depended on the frequency component much more. 

[01 13] Thus, after changing the inclination polarity concerned into the data expressed as 
characteristic quantity paying attention to the inclination polarity of a time amount axial-wave 
form, if the changed translation data concerned is calculated according to above-mentioned (5) 
types, it can ask for the auto correlation coefficient for which it depended on the frequency 
component much more. 

[0114] Moreover, although the case where the correlation class D15 which is the result of the 
autocorrelation operation part 1 1 and 31 judging phase fluctuation was expressed with 1 bit was 
described, you may make it express this invention not only with this but with many bits in the 
gestalt of above-mentioned operation. 

[0115] in this case, the difference of the value of the autocorrelation coefficient D 40 to which 
the judgment operation part 42 ( drawing 4 ) of the autocorrelation operation part 1 1 was 
supplied from the auto correlation coefficient calculation sections 40 and 41, and the value of 
the autocorrelation coefficient D 41 — according to a value, the correlation class D15 expressed 
with many bits (quantization) is generated, and this is supplied to the class classification section 
14. 

[0116] And the class classification section 14 forms into pattern compression the correlation 
class D15 expressed with the many bits supplied from the autocorrelation operation part 11 in 
the ADRC circuit section mentioned above about drawing 1 , and computes the class code class 

2 which shows the class to which the correlation class D15 concerned belongs. Moreover, the 
class classification section 14 unifies the class code class 2 computed by having attached to the 
class code class 1 computed about the class tap D12 supplied from the adjustable class 
classification extract section 12 at this time correlation class D15, and supplies the class code 
data in which the class code class 3 obtained by this is shown to the prediction coefficient 
memory 15. 

[01 17] Furthermore, also in the autocorrelation operation part 31 of a study circuit which 
memorizes the set of the prediction coefficient corresponding to the class code class 3. like the 
autocorrelation operation part 1 1 , the correlation class D35 expressed with many bits 
(quantization) is generated, and this is supplied to the class classification section 34. 
[0118] And the class classification section 34 forms into pattern compression the correlation 
class D35 expressed with the many bits supplied from the autocorrelation operation part 31 in 
the ADRC circuit section mentioned above about drawing 8 , and computes the class code class 
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5 which shows the class to which the correlation class D35 concerned belongs. Moreover, the 
class classification section 34 unifies the class code class 5 computed by having attached to the 
class code class 4 computed about the class tap D32 supplied from the adjustable class 
classification extract section 32 at this time correlation class D35, and supplies the class code 
data in which the class code class 6 obtained by this is shown to the prediction coefficient 
calculation section 36. 

[0119] If it does in this way, the correlation class which is the result of the autocorrelation 
operation part 11 and 31 judging phase fluctuation can be expressed with many bits, and, 
thereby, the frequency of a class classification can be made [ many ] much more. Therefore, the 
audio signal processor which performs the prediction operation of the audio data inputted using 
the prediction coefficient based on the result by which the class classification was carried out is 
convertible for the audio data of the quality of loud sound much more. 

[0120] Furthermore, although the case where multiplication was carried out in the gestalt of 
above-mentioned operation, using the Hamming aperture as a windowing function was described, 
this invention is replaced not only with this but with the Hamming aperture, for example, may be 
made to cany out the multiplication of the Manning aperture, the Blackman window, etc. by other 
windowing functions. 

[0121] the result of furthermore having learned this invention in short not only in this although 
the case where the technique by linearity primary was used as a prediction method in the gestalt 
of above-mentioned operation was described — using — it makes — ****ing — for example, — 
many — when the technique by degree function and the digital data further supplied from an 
input terminal TIN are image data, various prediction methods, such as technique predicted from 
the pixel value itself, can be applied. 

[0122] Although the case where ADRC was performed was furthermore described as a pattern 
generation means to generate a compression data pattern, in the gestalt of above-mentioned 
operation, you may make it this invention use compression means, such as not only this but 
reversible coding (DPCM:Differential Pulse Code Modulation), and vector quantization 
(VQiVector Quantize). In short, what is necessary is just the information-compression means 
which can express the pattern of a signal wave form in few classes. 

[0123] Furthermore, in the gestalt of above-mentioned operation, although the case where an 
audio signal processor ( drawi ng 2 ) performed audio data-conversion procedure by the program 
was described This invention realizes these functions not only by this but by the hardware 
configuration. Various digital-signal-processing equipments (For example, PCM (Pulse Code 
Modulation) error correction equipment used for a rate converter, an over sampling technique 
processor, BS (Broadcasting Satellite) broadcast, etc.) Prepare inside or Or these programs are 
loaded to various digital-signal-processing equipments from the program storing media (a floppy 
(trademark) disk, optical disk, etc.) which stored the program which realizes each function, and It 
may be made to realize each function part. 
[0124] 

[Effect of the Invention] According to this invention, each auto correlation coefficient is 
computed as mentioned above by starting by the aperture of two or more magnitude from a 
digital signal. Based on the calculation result of an auto correlation coefficient, classify the class, 
and by having changed the digital signal by the prediction method corresponding to the classified 
class Conversion which was adapted for the description of a digital signal much more can be 
performed, and conversion to the digital signal of the quality of loud sound which improved the 
wave repeatability of a digital signal much more can be performed in this way. 



[Translation done.] 
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* NOTICES* 

Japan Patent Office is not responsible for any 
damages caused by the use of this translation. 

1 This document has been translated by connputer. So the translation may not reflect the original 
precisely. 

2.**** shows the word which can not be translated. 
3.1n the drawings, any words are not translated. 



DESCRIPTION OF DRAWINGS 



[Brief Description of the Drawings] 

[Drawing 1] It is the functional block diagram showing the configuration of the audio signal 
processor by this invention. 

[Drawing 2] It is the block diagram showing the configuration of the audio signal processor by 
this invention. 

[Drawing 3] It is the flow chart which shows audio data-conversion procedure. 
[Drawing 4] It is the block diagram showing the configuration of autocorrelation operation part. 
[Drawing 5] It is the abbreviation diagram with which explanation of the auto correlation 
coefficient judging approach is presented. 

[Drawing 6] It is the abbreviation diagram showing the example of tap logging. 
[Drawing 7] It is the abbreviation diagram with which explanation of the auto correlation 
coefficient judging approach in the gestalt of other operations is presented. 
[Drawing 8] It is the block diagram showing the configuration of the study circuit by this 
invention. 

[Description of Notations] 

10 [ .. RAM, 24 / .. A communication link interface. 25 / A hard disk drive, 26 / An input 
means, 27 / .. The data I/O section 28 / Removable drive ] .... An audio signal processor, 11.. 
The spectrum processing section, 22 .. ROM. 15 



[Translation done.] 
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